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HET XA MEHGH (text-to-speech; TTS) 1&7H ROMET 5.
a2 RET 2 HNTEERA I ATV .

AR, HEFHEERE 272778 TTS OiHfisH
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MHARHEHT 2. £/, 77— hVhEREE
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HAGEICII R A RIS A EDHRET 5. Lo L,
FEHEBDICEDBEDPELLR->TVWEHEDZ
W[l]l. SBHEOHKIE, b - 74774
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o Hifii: EBRE A ECS (international phonetic alphabet;
IPA) [12] ZHIWTRALL, KHFERECHA -
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B W E (HAREHERE) WHFELRVWER
2L, ZOAFICHBT 2 2ERORE IEHE

2.1

(text-to-speech; TTS) DIHFEDHESD STV 3 [3]. W% ST 5.

TTS £ 7LV OMEREIE Z D& ME I & b FHi S cB—S HEASICHEE LR WA — Y DE— T
, %ﬂKﬁT%ﬁﬁﬁ? Xty MWL L DFE FHEME % 55 2 .
DWEETHS [4. HETIS ETAVECBVTE, £ J3rpy b 720y FOALRS 2 FERES
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52NN TH 20, Tl EHL CHHEL CWELTEPAEME ({ Y =S ay
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