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£ 1:NAC a—7 v ZHERDE, ng & b—27 VRITE, SR GV > 7V ¥ FREERERT.

Codec Configuration Training Data ng  SR/Kkbps
SpeechTokenizer [4] 16k LibriSpeech [5] 8 16k /4
AcademiCodec [6] hifi_24k_320d LibriTTS [7], VCTK [8], AISHELL [9] 4 24k /3
AudioDec [10] 24k _320d Valentini [11] 8 24k / 6.4
DAC[12] 24k Common Voice [13], DNSC [14],Jamendo [ 15]AudioSet, FSD50K [16] 32 24k /24
EnCodec [17] 24k _24bps Common Voice, DNSC, Jamendo, AudioSet, FSD50K 32 24k /24
FunCodec [18] en_libritts_16k_nq32ds320  LibriTTS ®¥% 7t » b 32 16k / 16
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M.BAB DLIVING, NPARK, PSTATION, AcademiCodec 79.06 -11.91 -0.75
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BAB OMEETING, PCAFETER, PRESTO, EACC ; —;z-gg —(5)-2(3) ;(7);
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TBUS, TMETRO
FunCodec 36.38 -6.04 0.68
SpeechTokenizer  267.03 -7.43 0.87

AN LTze ZDFER, EF b—2 VR EFAN R BT 2R T
LMD, FE =7 U —ED S ENEEREE
BLTW SR RE S N7,

F 7z, Sicherman 5 [30] i, SSL R—XDEH b —27 VIZEB
BB X CTTRECERL, P2 e ERL OBICH
WHHBADTEE T 2 Z 2 BR LTz, X BT, BREETVOMERMK
TERELIIENRERET 2 FELIREL. Thox{&KET 52
LT, BREAERPERMEHETHETV Ve Vo MiRA R
7 OWREDIA LT3 2 BHE L TWB,

—7J. NAC RXR—2ZD b —727 B L TIE, Liu & [31] 25, +—
7 NGBREOIRXSDOZICED, A—OBERANL SRS b —
7 YRHIDPEREINTZ 20D RSN oRMERTERML 2.
X 512, Park & [3] 3. NAC IT ko> CTELNFBEEERE b —2
SHNTH LT Zipf BB & O Heaps AT E:D < B0 24T
W, TS DFEHEEATE S E AR e L MBI B A
REMEZR U7z FHIC. NAC O b — 27 Y IZDWTiE, 3-gram T
7 AX—tT 5D D FIEMEEESELTVWE I R
RLT, b=2VafmoBhigr Ea&ERe U TEE L,

2.4 HEBBICHITZ =0 O REM CERIERE

7. HILERZHETCBY 2HRER b — 27 > ot
L. SEEROMRICET 2 BIAFREIN TV S, Lu b
. /AR EELEH AN LT, NAC HRODBER b —2 >~
BTIAYVTTBEIET, HLEFEFETCHEMBELREN
ERDRRETH 5 Z L B/RLT2[32] F72. Song B, <V
T4V IER N FAFPHEF N L TARLETHL R
L. b= Vv RAORENEEN LEXEE 22T, FROE
FRXAZEREIREEINZ I ERELTVWS 33, ZThbHD
g, HIEEREFETNCBIT 2 +—2 Y REOREWD. 5
i - BEEMOMRFEE L UAERMERRICERICERT 2 e BN
BLTW3,

3. REBEE
W EOBERIZ 2 HE 20D b, NAC b —2 Y aEE T ins

HFEHILE Vo LB RICBWT, SEMEEGE R © o
LRIHERFTE 20120V TIE. AR L TIRRINZMEED A
ELTW3, ZZTARIFETIE. HEED NAC ET A2 5155
N3 NAC b—=2 U2, HIEERFHETIBNTED LS ITH
FHEE X B 20 R RFET %,

3.1 NACtF—4tv DRE

MRETBNACETFTLE LT, #EF—&Xtvy b, By b
L— b, BIUERTHROEZ 2RI TV 6 BEOA —
TV —RAERa—FT v 7 ERBA L THEBSRYE L, €T
JVKERR D FEMEIE Table 1 12777 [34],

M 1E. 9 10 BFR D LISpeech™ Hi—Fh# HFETH A a0 —
RAERWE, BB, 7V —VERIINL A X2H53 57
B, A7A4 M AXBIUOEBRECIGR IS 2 ST
DEMAND 7—&+t v + [35] ZH\W/z, Z DK, DEMAND 7>
LOME XA TEMEPICE Th 2 HIERICE SV T L-BAB,
M-BAB. H-BAB ® 3 57 IVIZH L 72, L-BAB X, Fih%
BFEACEERD, LIS EERVHEE. M-BAB I &
FSROPIIARINIFFER T 2 &THE . H-BAB 13, ZhllA s
FVF, TLEREOERER 2L EUHEHTH 2, &
TIAVIEENZEENBRHEE XA TE2R 2 ITRT,

L E® DEMAND / 4 Z&HB LR A b2 A4 X% W,
% SNR %&fF {-10dB, -5 dB,0dB, 5dB, 10dB} RTZ VU —>
BREMMETS LT, BRMSEORLZ2HILER I — 2
ZHEEL 2,

3.2 NAC b—O Yt BERBEDRE

7V —VERRURELHEER 2 — 2 %% NAC £7
MZ AT L. Codec-SUPERB [36] DFEE% FWWT NAC +—72
VRINE, T =7 VEEHEBEETTa - F L, HENRT
HHIHEETNIR L THAERIW EFRHIEZh 2 e K
L7

(7#2) : https:/keithito.com/LJ-Speech-Dataset/



m— \White

SNR (dB)

SNR (dB)
1: B 4 REMHEB XU SNR BT 2 HLEFRER D WER, UTMOS. MCD O#iFs, KERISHEZIC X bHILL-HR

700 1

600
o
(@]
s

500

4001

10 -5 0 5 10
SNR (dB)

i (NAC

WKEZHEEREL) THD, ETORMRE. BERSFMNF MBI 2a—7 v 7 HOERKE L RAMEDORH 2R3,

b =27 VBB LT, IRTOET BT, B—Td
b Da— K7y 734 3 1,024 ITE—Z . Fb—27 &
20 ms DEFXNIHIET B, Z 2T, Hal2Hr. FHZ n-gram
DT 2 EEMEIT 2720, #ET2H— =220
bR L 2RE T 2 EHEAEIE (deduplication) ML L7z,
X BIZ, NAC ET NV TRR DT ng 2FOZLITd 3%
BEERL, EXUCEMILEZ =2 VR LTR- 72k
T, RGNS -> TEAET 2 7 7 v MELER{T o7z, Z
DEE, BRILHFE—D Z~IVZER (0~1,023) 2HEFT L
12& 2 FRMERZH T, RLFESWZIS LA 7Ly 2
Fr—=2 Y IDIINE L, MAT, BRTRIIOEESL LU
KREIZE, Fh 2 Tdimension start] 38 X X dimension end]
PRI N2 AL, AR =2 VIRIEDWEHT
M5 2 2 35 AR L 72,

4. EBRER

4.1 HEBFFICHT S NAC DBFERRMEEE

9. HILEF IR T 2 NAC OBFSRIEREZFANZ 720,
HAREINZHLER N LU TEAZRME TV (whisper-large-
V3[37D) BHEALTXFHREI LEHA LR, 7V -V BARER
DXFRZ LICH§ 2 H5EL 5 —3* (Word Error Rate; WER) -+
BELLE R MOS B (UTMOS [38]) - & # = A (Mel-Cepstral
Distortion; MCD) DFE#E% FH W T3 %,

4.1.1 /A RE&MRI o 2R ER

F9. ARG X2 EEHEA RS 5, K1, %/
A R%MB L O SNR IZB1F % WER, UTMOS. MCD OZ{t%
T, K& D, TRTOIBEICHE L THAEZ SNR K1EMED

AN, SNR 2ME R T 31224 T WER B X U MCD 13380
L. UTMOS IZME 3 2 1HMZ RS, FHZ K7 A~/ 4 X5&MH
BRHBEETH D, K SNR TiE, FETRTOaI—F v 7
BWT WER BRI L. SEENEOREENE L S WL 72572,
—75. babbling / 4 REHTIZ, RTOFETHEVA M/ A X
ZEED B L TRWIEEERL, HEENEDIRL - 2ME T
HHRTA A RITHARTERN - SEERRE DT BN REF

1.0
- <
5 g
[} 0.8
= 3
o [
L7 el
3 S 061
~ w
@ 2 0.4
a :
g z
= g
N $ 0.2 re
-10 0 10 -10 0 10

SNR (dB)
2: & A REMB XU SNRIZBWT, 6 FlED NAC 55D
ZipfSRMSE/HeapsRMSE f& 5 0 5

ENRTVI EAREBEINS,

4.1.2 a—7 v 7 ISR ORE

R, =T v VEFC X2 EBERM RS 5, £3. K
1 DIRA-F/NOBEAEH D 6. & NAC » bHEEREINH1t
BRI 2iHiifEk 2 —7 v JBTREREERE, 1Tt A
EOMEIC I DB ZAREHOBE (KPR L HiK
WHERER RS Z 2R T E 5,

FHLWOH D=, BHEEIZOWT, /A4 XFEE (babbling /
RV A ) BEUSNR &M CHARBIOALLI-BREH
a — S 2 DFHIEE IS % NAC F& K 7 O FFAMHE D A 2
It (%) Z a—7 v 7N FILLERER 3 ICTRT, ¥
3. WER OB TIX., —#BdD DAC % Encodec 2 ¥ DEE v b
L—ta—7Fvy27iZBVT, HLL-BARAEF LKL THR
D RMERT 2 HAEDER S, NAC I X 2 BHH OHAERIE
BN S BB HMOEANL ¥ UTHEES 2 ATREM A RIB X LTz,
—7. AcademiCodec % SpeechTokenizer 72 ¥ Dkt » b L — b
Da—F v 7 TiE, W/ A 54 N TEEBERO G EE
&7, WER VR ZE SELT 2 ZRL 7

iz, UTMOS IZB L TiE, £ D NAC 2 6 O HAMEH
WEBVWTHLLEEREF LD SR 7ME TR L. BERICK
2 BARMOEED BN TH 5 Z e PRI NIz, 272l %
DIE PRI =T v 71X oTERY, —HDa—7v 7T

SNR (dB)



LRIV ZEE U T BARME R MRS 2 A b Bl X h 7z, RIRIC,
MCD DO#ifTid, WER % UTMOS O# s CHEWERER R L 7=
NAC 23, HBILLZARER XD MEWEAZRTHEDDH D,
FEPEEE Y SEENT S —REIDT LD LRV A
ey 7z o 7=,

Y EORERD S5, NACIZ X 2 HLEFDOHEKIE. /4 X%
B L a—F v Z7EFHIE U T, SiEEROMAR. BAMKE.
FENEEEOMICERLS FL— R 72ELXE 2 Z AR
Nz, ZoZeid, HEHEEOD 2 EFERB LI UOEHE
BETVY YITBWT, B—OFMfEICKE T 5 Z & OfRS
TRBL TV,

4.2 /A XAEHETICE T35 SEISEOEB DR

AFHETIE. 2O LI REANENACDO F—27 > THHS
NBDIZONTHTANRB 12012 7 4 BN E -5 HE 2 ERD
NAC IZ X W B L., #50/z b—27 VRF12 Zipf OERIB
& O Heaps DIERNCHES 22 WO Bl SFHEL 7=,

BRBNCIE, n-gram (RBFZETIE n = 3) BT Zipf/Heaps
DRFNRIRX—ZEHM L, 7V —VEFREFEDRTIXA—2%
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EZRLTEY., FBEREEMEDS RTUA b )AL XX > TKEL
WX 2 Z L AR X N7z, —J5T. Babble noise 5efF Tl
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L, BRERS BRSO AV F —HEIT 2 &M4ICBW
T M= UMD D REEICH B R 2R LTV 5,
4.3 WER/UTMOS/MCD (#5315 B1E1Z L OBFRDH
B, LR T L7z ZipfRMSE ¥ HeapsRMSE O ffi % B
TEDFERETH % WER, UTMOS, T MCD ¥ OEBE% 5347 L7z,
Pearson MHERB DR E R 4 BIX UL S ITRT, &8/4 X
fE¥H - SNR - 2—7 v 7 A L7518V T, HeapsRMSE
¥ WER, UTMOS., MCD O3 RT&—HLMHBEERZRL
2o BRMIZIZ, WER B XU MCD ¥ IZIEDHHE, UTMOS ¥
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WHEITT 2 EMZ RO Z R E N5,
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c,t,n Ksc,n ) ]

£ 4: FNAC a—7 v 7B 2% - K - B85 (WER
/UTMOS / MCD) ¥ ZipfRMSE ¥ @ Pearson #HBIREL

Codec WER| UTMOST MCD|
AcademiCodec 0.39 -0.31 0.49
AudioDec 0.39 -0.38 0.54
DAC -0.17 0.13 0.03
EnCodec 0.57 -0.13 0.32
FunCodec 0.58 -0.54 0.59
SpeechTokenizer  —0.09 -0.09 -0.07
Overall 0.17 -0.13 0.27

5 B NAC a—7 v 7B 2585% - F15 - BE4E (WER
/UTMOS / MCD) ¥ HeapsRMSE ¥ O Pearson HHER3K

Codec WER| UTMOST MCD]
AcademiCodec 0.48 -0.37 0.57
AudioDec 0.45 -0.21 0.46
DAC 0.24 -0.02 0.24
EnCodec 0.55 -0.55 0.69
FunCodec 0.67 -0.61 0.68
SpeechTokenizer 0.11 -0.11 0.23
Overall 0.39 -0.25 0.33
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)4 AFBEDATRBIRESNEbDTERL, b=V
£ codebook & & W o 7z a—F v 7 [EHH OFREFERKIZ
R RIFT 5 Z e DR E T,
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